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Description 

Technical Field 



5 The present invention relates generally to auditory prostheses and more particularly to auditory prostheses 

having adjustable acoustic parameters. 

Background Art 

10 Auditory prostheses have been utilized to modify the auditory characteristics of sound received by a user 

or wearer of that auditory prosthesis. Usually the Intent of the prosthesis is, at least partially, to compensate 
for a hearing impairment of the user or wearer. Hearing aids which provide an acoustic signal in the audible 
range to a wearer have been well known and are an example of an auditory prosthesis. More recently, cochlear 
Implants which stimulate the auditory nerve with an electrical stimulus signal have been used to improve the 
15 hearing of a wearer. Other examples of auditory prostheses are implanted hearing aids which stimulate the 
auditory response of the wearer by a mechanical stimulation of the middle ear and prostheses which otherwise 
electromechanically stimulate the user. 

Hearing impairments are quite variable from one individual to another Individual. An auditory prosthesis 
which compensates for the hearing impairment of one Individual may not be beneficial or may be disruptive 
20 to another individual. Thus, auditory prostheses must be adjustable to serve the needs of an individual user 
or patient 

The process by which an individual auditory prosthesis is adjusted to be of optimum benefit to the user or 
patient is typically called "fitting". Stated another way, the auditory prosthesis must be "fit" to the individual 
user of that auditory prosthesis in order to provide a maximum benefit to that user, or patient. The "fitting" of 
25 the auditory prosthesis provides the auditory prosthesis with the appropriate auditory characteristics to be of 
benefit to the user. 

This fitting process Involves measuring the auditory characteristics of the individuars hearing, calculating 
the nature of the acoustic characteristics, e.g., acoustic amplification in specified frequency bands, needed 
to compensate for the particular auditory deficiency is measured, adjusting the auditory characteristics of the 
30 auditory prosthesis to enable the prosthesis to deliver the appropriate acoustic characteristic, e. g., acoustic 
amplification in specified frequency bands, and verifying that this particular auditory characteristic does com- 
pensate tor the hearing deficiency found by operating the auditory prosthesis in conjunction with the Individual. 
In practice with conventional hearing aids, the adjustment of the auditory characteristics is accomplished by 
selection of components during the manufacturing process, so called "custom" hearing aids, or by adjusting 
35 potentiometers available to the fitter, typically an otologist, audiologist, hearing aid dispenser, otolaryngologist 

or other doctor or medical specialist 

Some hearing aids are programmable in addition to being adjustable. Programmable hearing aids have 
some memory device In which Is stored the acoustic parameters which the hearing aid can utilize to provide 
a particular auditory characteristic. The memory device may be changed or modified to provide a new or modi- 
40 fled auditory parameter or set of acoustic parameters which in turn will provide the hearing aid with a modified 
auditory characteristic. Typically the memory device will be an electronic memory, such as a register or ran- 
domly addressable memory, but may sUso be other types of memory devices such as programmed cards, 
switch settings or other alterable mechanism having retention capability. An example of a programmable hear- 
ing aid which utilizes electronic memory is described In U.S. Patent No. 4,425,481, Mangold. In the hearing 
45 aid disclosed in US-A-4,425,481 a memory contains plural sets of control parameters, each set being appro- 
priate to a different listening situation. The hearing aid has a manual switch which enables the user to switch 
from one set of control parameters, appropriate to a first listening situation to a second set of control parame- 
ters appropriate to a second listening situation. The number of complete auditory characteristics is restricted 
to the number of sets of control parameters which are stored. With a programmable hearing aid which utilizes 
50 electronic memory, a new auditory characteristic, or a new set of acoustic parameters, may be provided to the 
hearing aid by a host computer or other programming device which Includes a mechanism for communicating 
with the hearing aid being programmed. 

GB-A-2. 184,629 discloses another programmable hearing aid. An electrically erasable programmable 
memory stores filter parameters determined to compensate for the wearer’s hearing impairment The filter 
55 parameters may be changed, e.g. to compensate for changes In the hearing impairment by use of a temporarily 

connected calibration unit 

In order to achieve an acceptable fitting for an individual, changes or moalfications In the acoustic para- 
meters may need to be made, either Initially to achieve an initial setting or value of the acoustic parameters 
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or to revise such settings or values after the hearing aid has been used by the user. Known mechanisms for 
providing settings or values for the acoustic parameters usually involve measuring the hearing impairment of 
an individual and determining the setting or values necessary for an individual acoustic parameter in order to 
ameliorate the hearing impairment so measurea. Such mechanisms operate well to obtain initial settings or 
5 values but do not operate well to obtain changes or moalf ications in such parameters to obtain a different au- 
ditory characteristic of the hearing aid. 

Disclosure of Invention 

fo The present invention solves these problems by providing a fitting adjustment mechanism which adjusts 

the auditory characteristic of the auditory prosthesis by providing relative changes in a plurality of individual 
ones of a set of acoustic parameters which specify an a uditory characteristic. Instead of loodif ying the acoustic 
parameters individually and instead of redetermining the acoustic parameters ab initio, the vector is selected 
which selectively specifies relative changes to a plurality of acoustic parameters. Since relative changes are 
f5 provided to the settings or values of the acoustic parameters, a relative change in the auditory characteristic 
of the auditory prosthesis may be obtained. By way of example, a vector which increases inteiligibifity in low 
noise environments provides relative changes In the values of individual acoustic parameters which may in- 
crease the gain provided to high frequency signals and which may raise the cutoff frequency between low and 
high frequency bands. Since the vector provides relative changes in a particular direction to achieve a particular 
20 improvement or change in the auditory characteristic, the vector may be applied multiple times ora combination 

of vectors may be applied to achieve a desired result Typically the vector may be applied regardless of the 
values of the acoustic parameters specified in the original fitting. Further since many of the acoustic parame- 
ters may interact with each other, the use of a vector helps to eliminate repetitive, empirical readjusting of in- 
dividual acoustic parameters to achieve a particular overall beneficial result 
25 According to a first aspect of the present invention there is provided a method of determining a new set 

of signal processing parameters for an auditory prosthesis having a storage means for storing a set of signal 
processing parameters corresponding to a known signal processing characteristic, and a signal processor to 
process a signal representing sound In accordance with said set of signal processing parameters, said new 
set being determined in accordance with a desired change in the auditory characteristics of said auditory pros- 
30 thesis characterised by the steps of: 

selecting a vector consisting of changes in the values of individual signal processing parameters in ac- 
cordance with predetermined signal processing characteristics related to said desired change in the auditory 
characteristics of said auditory prosthesis; and 

applying said changes in the values of said individual signal processing parameters of said vector 
35 against the values of corresponding ones of the Individual signal processing parameters of said set of signal 
processinq characteristics to create a new set of signal processing parameters. 

According to a second aspect of the present invention there is provided an apparatus for determining the 
values of signal processing parameters for an auditory prosthesis having a plurality of memories, each of said 
plurality of memories for storing a signal processing characteristic specifying a plurality of signal processing 
40 parameters, a signal processor to process a signal representing sound in accordance with a selected signal 
processing characteristic, and memory selection means coupled to said plurality of memories and to said signal 
processor for selecting one of said plurality of memories to determine which signal processing characteristic 
is utilized by said signal processor, said values being determined for a particular signal processing character- 
istic from the values of said signal processing parameters of a known signal processing characteristic, char- 
45 ac^erised by:- 

vector selection means for selecting a vector consisting of changes in the values of individual signal proc- 
essing parameters in accordance with predetermined signal processing characteristics; 

application means coupled to said vector selection means for applying said changes in the values of 
said individual signal processing parameters of said vector against the values of the signal processing para- 
50 meters of a known signal processing characteristic to create a new signal processing characteristic; and 

storing means coupled to said application means for storing said new signal processing characteristic 
in one of said plurality of memories. 

It is preferred that the device have a plurality of channels, each of the channels having a different frequency 
band, and a cutoff frequency specifying a cutoff between at least two of the plurality of channels, and wherein 
55 at lease some of the individual signal processing parameters of the set of signal processing parameters conv 
prise the value of gain of at least one of the plurality of channels and the value of the cutoff frequency. It is 
preferred that the at least some of the acoustic parameters of the set of acoustic parameters further comprise 
the value of a release ti me for at least one of the plurality of channels. It is preferred that the value of the acoustic 
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parameters of the vector and the corresponding one of the set of acoustic parameters of the auditory charac- 
teristic are combined according to a predetermined set of mathematical operations. It is preferred that the value 
of the individual one of the set of acoustic parameters of the vector is additive with the comesponding one of 
the set of acoustic parameters of the auditory characteristic. In one embodiment the value of each individual 
5 one of the set of acoustic parameters of the auditory characteristic is modified utilizing a value interpolated 
from the corresponding ones of the set of acoustic parameters from at least two of the vectors. In one em- 
bodiment a plurality of the vectors are utilized and a particular one of the plurality of vectors is determined 
based upon the desired auditory signal processing characteristic. In one embodiment at least some of the plur- 
ality of vectors are based upon the desired auditory signal processing characteristic and comprise a noise re- 
10 duction vector and an intelligibility vector. More than one of the plurality of vectors may be utilized at one time. 
In one embodiment the value of relative change for each individual acoustic parameter is determined by ex- 
amining ail of the plurality of vectors which are being utilized and selecting and utilizing only the value of the 
relative change in the acoustic parameter from among the plurality of vectors which has the greatest absolute 
magnitude. 

15 

Brief Description of Drawings 

The foregoing advantages, construction and operation of the present invention will become more readily 
apparent from the following description and accompanying drawings in which: 

20 Figure 1 is a block diagram of an auditory prosthesis, hearing aid or other hearing improvement device 

coupled to a fitting apparatus; 

Figure 2 is a block diagram of an auditory prosthesis, hearing aid or other hearing Improvement device 
having multiple memories for acoustic parameters and illustrating the fitting apparatus in more detail; 
Figure 3 is a flow diagram of the method steps contemplated in carrying out the present invention; 

25 Figure 4 is a flow diagram illustrating a series of steps to carry out the application of a vector to an initial 

auditory characteristic; 

Figure 5 Is a block diagram of an alternative embodiment of the present invention; 

Figure 6 is a block diagram of another alternative embodiment of the present invention; and 
Figure 7 is a block diagram of still another alternative embodiment of the present Invention. 

30 

Detailed Description 

U.S. Patent No. 4,425,481, Mangold et al, Programmable Signal Processing Device, Is an example of a 
programmable signal processing device which may be utilized In a hearing Improvement device, auditory pros- 
35 thesis or hearing aid and with which the present invention finds utility. The programmable signal processing 
device of Mangold et al consists mainly of a signal processor, a microphone supplying a signal to the signal 
processor and an earphone connected to the output of the signal processor which provides the output of the 
signal processing device. A memory is connected to the signal processor for storing certain acoustic parame- 
ters by which the signal processor determines the appropriate characteristics, which in the instance of a hearing 
40 aid are auditory characteristics, to be utilized by the signal processor. A control unit is coupled between the 
memory and the signal processor for selecting one of a plurality of sets of acoustic parameters to be supplied 
to the signal processing device and by which or through which the memories may be loaded with new acoustic 
parameter values. Thus, the signal processing device described in Mangold etal discloses a signal processing 
device which may be advantageously utilized in a hearing improvement device, auditory prosthesis or hearing 
45 aid. The description In Mangold et al. however, does not describe how the Individual acoustic parameters which 
can be stored in the memory of the Mangold et al device are to be determined. 

Figure 1 illustrates an auditory prosthesis 10. or hearing improvement device or hearing aid, which may 
be externally connected to a fitting apparatus 12. As in Mangold et al. auditory prosthesis 10 contains a mi- 
crophone 14 for receiving an acoustic signal 16 and transforming that acoustic signal 16 into an electrical input 
50 signal 1 8 which is supplied to a signal processor 20. Signal processor 20 then operates on the electrical input 
signal 1 8 according to a set of acoustic parameters 22 designed to compensate for a hearing impairment and 
producing a processed electrical signal 24. The processed electrical signal 24 is supplied to a receiver 26 which 
in hearing aid parlance is a miniature speaker to produce a signal perceptible to the user as sound. While this 
description is generally discussed in terms of hearing aids, it is to be recognized and understood that the pres- 
55 ent invention finds utility with other forms of auditory prostheses such as cochlear implants. In which case the 
receiver 24 would be replaced by an electrode or electrodes, an implanted hearing aid, in which the receiver 
24 would be replaced with an electrical to mechanical transducer or tactile hearing aids, in which case the re- 
ceiver would be replaced by a vibrotactile transducer. 
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In order to provide an individual, or user, with an auditory prosthesis 10 with appropriate auditory charao 
teristic, as specified by the acoustic parameters 22, the auditory prosthesis 10 must be “fit” to the Individual’s 
hearing Impairment The fitting process involves measuring the auditory characteristics of the Individual’s hear- 
ing, calculating the nature of the amplification or other signal processing characteristics needed to compensate 
5 for a particular hearing impairment determining the individual acoustic parameters which are to be utilized by 
the auditory prosthesis, and verifying that these acoustic parameters do operate in conjunction with the ind^ 
viduai's hearing to obtain the amelioration desired. With the programmable auditory prosthesis 10 as illustrated 
in Figure 1, the adjustment of acoustic parameters 22 occurs by electronic control of the auditory prosthesis 
from the fitting apparatus 12 which communicates with the auditory prosthesis 10 along communications link 
10 28. Usually fitting apparatus 12 is a host computer which may be programmed to provide an initial "fitting", 

i.e., determine the initial values for acoustic parameters 22 in order to compensate for a particular hearing im- 
pairment for a particular individual with which the auditory prosthesis 10 is intended to be utilized. Such an 
initial "fitting” process is well known In the art. Examples of techniques which can be utilized for such an Initial 
fitting may be obtained by following the technique described in Skinner, Margaret W.. Hearing Aid Evaluation . 
15 Prentice Hall, Englewood Cliffs, New Jersey (1 988), especially Chapters 6-9. Similar techniques can be found 

in Briskey, Robert J„ "Instrument Fitting Techniques", in Sandlin, Robert E., Hearing Instrument Science and 
Fitting Practices, National Institute for Hearing instruments Studies, Livonia, Michigan (1985), pp. 439-494. 

The DPS (Digital Programming System) which uses the SPI (Speech Programming Interface) programmer, 
available from Cochlear Corporation, Boulder Colorado is exemplary of a fitting system such as fitting system 
20 22. This system is designed to work with WSP (Wearable Speech Processor), also available from Cochlear 

Corporation. 

Figure 2 illustrates a block diagram of a preferred embodiment of the auditory prosthesis 10 operating in 
conjunction with the fitting apparatus 1 2. As in Figure 1 , the auditory prosthesis 1 0 receives an acoustic signal 
16 by microphone 14 which sends an electrical Input signal 18 to a signal processor 20. The signal processor 
25 20 processes the electrical input signal 18 in conjunction with a set of acoustic parameters 22 and produces 

a processed electrical signal 24 which is sent to a receiver 26. Acoustic parameters 22 are illustrated as con- 
sisting of a plurality of memories 30, each of which contain a set of acoustic parameters which specify an au- 
ditory characteristic to which the auditory prosthesis 10 is designed to operate. A selection unit 32 operates 
to select one of the sets of acoustic parameters from memories 30 and supplies that selected set to the signal 
30 processor 20. Fitting apparatus 12, in the context of the present invention, is connected with the memories 30 
by communication link 28. The fitting apparatus 1 2 consists of a vector selection mechanism 34. to be descri- 
bed later, a vector application mechanism 36, also to be described later, and a storage mechanism 38 receiving 
the output of the vector application mechanism 36 for supplying the new values of the acoustic parameters 22 
via communication link 28 to memories 30 within the auditory prosthesis 10. 

35 Known mechanisms of determining the values for the acoustic parameters in order to determine the au- 

ditory characteristics of an auditory prosthesis usually involve measuring the hearing impairment of the indi- 
vidual and determining the value of acoustic parameters necessary in order to compensate for the hearing im- 
pairment so measured. These known mechanisms operate well to determine ab Initio the values of the acoustic 
parameters to be initially supplied to the auditory prosthesis 1 0. However, during fitting it is commonly advisable 
40 to change or modify the supplied auditory characteristics and. in particular, to modify the known or existing 
auditory characteristic toward a particular auditory goal such as decreasing the response of the auditory pros- 
thesis to extraneous noise or increasing the intelligibility which the user will achieve using the auditory pros- 
thesis 10. The auditory prosthesis 10 and the fitting apparatus 12 of the present invention operate to solve 
this problem by providing a fitting adjustment mechanism which utilizes a vector concept to provide relative 
45 changes in the auditory characteristic of the auditory prosthesis 10 by providing relative changes to a plurality 
of individual ones of the set of acoustic parameters 22 which specify that auditory characteristic. Instead of 
modifying the acoustic parameters 22 Individually or instead of redetermining the acoustic parameters 22 ab 
initio, the vector concept of the present invention operates by selecting a vector which specifies relative 
changes to a plurality of acoustic parameters 22 on an entire set basis. Since relative changes are provided 
50 to the settings or values of the acoustic parameters 22, a relative change in the auditory characteristics of the 

auditory prosthesis 1 0 may be obtained. 

The vector process for modifying the auditory characteristics of the auditory prosthesis 10 is illustrated 
in Figure 3. In Figure 3, in step 40, the Initial auditory characteristic of the auditory prosthesis 1 0 is determined, 
or has been determined, by selecting values of acoustic parameters A^, Aa . . . , A„. Once a change or modifi- 
es cation in the goal of the auditory characteristic of the auditory prosthesis 10 is identified, step 42 selects a 
vector consisting of a relative change in individual ones of the acoustic parameters 22 as illustrated in step 42 
and defined by Fi, F 2 . . . , F„. Then, in step 44, these relative changes of the vector are applied to the initial 
acoustic parameters determined in step 40 to obtain in step 46 a new set of auditory characteristics based on 
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the original acoustic parameters Ai, A 2 . . . , A„ by applying a function to the individual ones consisting of F,, 
F 2 . . . , Fn and obtaining the new result, namely, Bi = Fi(Ai), B 2 = , B„ = F„(An). 

Changes In the auditory characteristics of the auditory prosthesis 1 0 known in the prior art usually Involve 
revising the settings or values of individual acoustic parameters 22. Since many of these individual acoustic 
5 parameters interact with each other, changing one may, in fact, necessitate the modification of another of the 
acoustic parameters. The present invention operates by a coordinated adjustment of more than one of the 
acoustic parameters simultaneously. It is preferred that the entire set of acoustic parameters be altered. In this 
way, the auditory goal of an adjustment may be defined and applied to the auditory prosthesis 1 0, and result 
In appropriately altered values for more than one, and preferably the entire set, of acoustic parameters 22 to 
10 result in an auditory characteristic which achieves the auditory goal desired. 

The following discussion provides an example of the vector concept of the present Invention in operation, 
and Is shown in Table I. 



15 TABLE I 



ACOUSTIC PARAMETERS 





Low 


Low 




High 






Pass 


Pass 


High 


Pass 


Cutoff 




Gain 


Attack 


Gain 


Attack 


Preguency 


INITIAL 

AUDITORY 

CHARACTERISTIC 


30 OB 


10 ms 


40 dB 


20 ms 


2000 Hz 




VECTOR 


-5 dB 


—10 ms 


0 dB 


0 ms 


-500 Hz 


NEW 

AUDITORY 

CHARACTERISTIC 


25 dB 


0 ms 


40 dB 


20 ms 


1500 Hz 





Assume that a given auditory prosthesis, in this case a hearing aid, has a set of acoustic parameters to specify 
40 the auditory characteristic of a two channel hearing aid. Assume that the individual acoustic parameters are 
defined by a low pass gain, low pass attack time, high pass gain, high pass attack time and low pass-high 
pass cutoff frequency. Also assume that known mechanisms have been employed to determine an initial valu- 
ation for the acoustic parameters for this hearing aid of a low pass gain of 30 dB, a low pass attack time of 10 
milliseconds, a high pass gain of 40 dB, a high pass attack time of 20 milliseconds and a low pass-high pass 
45 cutoff frequency of 2000 Hertz. Given this auditory characteristic specified by these acoustic parameters, and 

given that it is desired to modify the auditory characteristic so that the auditory characteristic of this hearing 
aid is less susceptible to a noisy environment then a "noise reduction" vector may be applied which contains 
a set of relative changes for these Individual acoustic parameters. Atypical noise reduction vector may consist 
of acoustic parameters in which the low pass gain is lowered by 5 dB, the low pass attack time is shortened 
50 by 10 milliseconds, the high pass gain is not modified, the high pass attack time is not modified and the low 
pass-high pass cutoff frequency is lowered by 500 Hertz. Applying this "noise reduction" vector to the initial 
acoustic parameters results In a low pass gain of 25 dB, a low pass attack time of 0 milliseconds, an unchanged 
high pass gain of 40 dB, an unchanged high pass attack time of 20 milliseconds and a low pass-high pass 
cutoff frequency of 1500 Hertz. This processing is illustrated in Table 1. Thus, a "noise reduction" vector has 
55 been applied that might be appropriate to reduce the susceptibility of the auditory characteristic of the hearing 
aid to extraneous noise of low frequency impulsive type. In other words, if the initial setting of the hearing aid 
was satisfactory for the user except that it was feit to be difficult to use in a noisy situation, the "noise reduction" 
vector as described above could be applied to produce the new setting which has less gain in a more reduced 
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low pass frequency region and a niore rapid automatic gain control attack time. The noise reduction vector, 
thus, operates to decrease the amplification of low frequency sounds which is the major contributor to noise 
in most environments and to ensure that the automatic gain control circuitry rapidly responds to those noise 
components which do get through the low pass channel. 

5 While the above "noise reduction” vector has been described in terms of a mathematical addition to the 

previously obtained acpustic parameters, it is noted that these vectors may have two potential types of ele- 
ments, relative and absolute. Relative elements specify the change from the initial value to the new value by 
a mathematical process, such as addition. Absolute elements may specify the value of a particular acoustic 
parameter independent of its original value among the initial settings. Both types may be mixed together de- 
10 pending upon the particular desired auditory characteristic to be obtained. 

It should be noted that more than one vector may be combined to form a new or composite vector or com- 
bined to provide a new or composite result which results in a new auditory characteristic which has an auditory 
characteristic which is a composite of both vectors. In the case where a multiple combination of vectors is ap- 
plied, it may be desirable to form different rules other than simply adding the relative change of one vector 
IS and then adding the relative change of the second vector. For example, if an "intelligibility" vector is applied 
along with an "impulsive sound” vector, both vectors may Increase the release time of the automatic gain con- 
trol circuitry. When both vectors are utilized, however, the appropriate alteration of the initial acoustic para- 
meters is not the sequential addition of the relative changes of both vectors to modify the characteristic. Rather 
the appropriate alteration is to look at the maximum value of change of individual acoustic parameters of both 
20 vectors and apply the relative change of that acoustic parameter selected from both vectors which provides 
the maximum change to the original acoustic parameter. 

For auditory prostheses which contain memory for more than one set of acoustic parameters at a given 
time, it is contemplated that the auditory prosthesis may Itself operate as the fitting apparatus 12 to create 
additional sets of acoustic parameters which specify differing auditory characteristics according to predeter- 
25 mined goals which are then stored within the memory of the auditory prosthesis. Thus, the auditory prosthesis, 
once provided with an initial set of acoustic parameters, may bootstrap another set of acoustic parameters or 
another entire memory full of sets of acoustic parameters utilizing vectors, all of which which are individually 
adjusted to the individual hearing impairment of the user. 

The following table gives an example of the vector concept at work with a hearing aid which contains a 
30 different set of acoustic parameters from that discussed above. 

TABLE II 



35 


Edit/Cceate 




Input 


Modif . 


Output 




Field Label 


Units 


Program 


Vector 


Program 




Letter 




(selected) 


— 


( selected) 


40 


Active 


Y/N 


don ' t care 


— 


Enabled 


Input Prot 


dB 


10 


+2 


12 




Crossover 


Hz 


1021 


0 


1021 




LP MPO 


dB SPL 


90 


+10 


100 


45 


LP AGC Thr 


dB SPL 


94 


-8 


86 




LP AGC Rei 


ms 


Norm 


-1 


Short 




HP MPO 


oB SPL 


110 


+5 


115 




HP AGC Thr 


dB SPL 


87 


+3 


90 


50 


HP AGC Rel 


ms 


Long 


+ 1 


Long 



The table illustrates the initial set of acoustic parameters, the acoustic parameters of the vector which operates 
to modify that set of acoustic parameters and the modified set of acoustic parameters which represent the 
modified auditory characteristic of the hearing aid. In this situation, the modification vector may be applied 
55 more than once depending upon the degree of change of the desired auditory characteristic. That is, the relative 

changes specified in this particular vector may be applied a number of times, e.g., twice to result in double 
the modification toward the particular auditory goal desired than which would otherwise result from a single 
application. 
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A flow chart illustrating the application of a selected vector. In this case an "intelligibility" vector, is illu- 
strated in Figure 4. The initial fitting, I. e., the initial determination of the acoustic parameters, is presumed 
and, as discussed above, Is well known in the art The process at step 112 determines the change required, 
or desired, from some objective or subjective technique determined by the user or by the fitter. This is analo- 
5 gous to selecting the particular vector to be utilized. Either the "noise reduction” vector can be applied, step 
114, the "intelligibility" vector can be applied, step 116, or the "Increased loudness with high input protection" 
vector, step 118, can be applied. For purposes of illustration only the series of steps following the "Intelligibility” 
vector are shown. It is to be recognized that a similar series of steps also follow step 114 ("noise reduction”) 
and step 1 1 8 ("increased loudness with high input protection"). Following the decision to apply the "intelligibility" 
10 vector (step 1 1 6), the process at step 1 20 sets the value of n=1 and then determines if the value of n is greater 
than the number of acoustic parameters in this vector (step 122). If not the process applies the first acoustic 
parameter of the vector (step 1 24) In the normal fashion as discussed above. The value of n is then incremented 
(step 126) and the process returned to step 122. The next acoustic parameter is then altered through step 124 
until step 122 determines thatthe value of n exceeds the numberof acoustic parameters of the vector indicating 
IS that all acoustic parameters in the vector have been applied. The process then exits, or ends, at step 128. 

While the above descnptlon refers to the relative change in acoustic parameters which involve a mathe> 
maticai addition, it is to be recognized and understood, however, that other forms of mathematical operations 
with the values of the acoustic parameters may be performed and are within the scope of the present invention. 
For example, a multiplication, either on a linear basis or logarithmic basis, may be utilized in addition to or In 
20 combination with the additive process. Other mathematical operations are also possible. As shown in the func- 
tional notation in clock 46 of Figure 3, the operations performed by the vectors co not have to be standard 
mathematical functions but may generally be any functional relationship. It is only required that the vector be 
applied so that the resulting acoustic parameter is a function of the value for that acoustic parameter contained 
in the vector. As one example, the vector may specify that degree of change In the crossover frequency be- 
25 tween the low pass and the high pass frequency bands. Since It is Impractical to change the crossover fre- 
quency in one Hertz increments, the vector may specify the number of quantization steps to be changed, the 
quantization steps being variable, and in one example may be 150 Hertz quantization steps. Thus, the number 
1 for this acoustic parameter in the vector would specify a 150 Hertz change in the value of the crossover fre- 
quency, a number 2 would specify a 300 Hertz change, etc. 

30 Another way to utilize the relative vector concept of the present invention is to utilize two vectors which 

modify the auditory characteristic by making a relative change based upon a blend of an individual acoustic 
parameter from both vectors. This technique would avoid the use of successively applied vectors or largest 
magnitude change by interpolating between the individual acoustic parameters specified In both vectors. Thus, 
if one vector called for a 5 dB increase of a given acoustic parameter and the second vector called tor a 1 0 dB 
35 increase of the same acoustic parameter, then by interpolating between the values of change of this acoustic 

parameter a modification to the existing acoustic parameter of 7.5 dB would be specified. 

Throughout the above description, the fitting apparatus 12 has been described as being separate from 
the auditory prosthesis 10. The auditory prostheste 10A Illustrated In Figure 5 provides a different concept from 
the auditory prosthesis 1 0 of Figure 1 . The auditory prosthesis 1 0A has a microphone 1 4 for receiving an acous- 
40 tic signal 16 and providing an electrical input signal 18 to a signal processor 20 which operates in accordance 
with a set of acoustic parameters 22 in this case stored in a memory. The processed electrical signal 24 from 
the signal processor 20 Is supplied to a receiver 26 which provides a sound which is perceptible to the user. 
The auditory prosthesis 10A, illustrated in Figure 5, however, in contrast to that disclosed in Mangold et al, 
provides a memory which stores only a single set of acoustic parameters 22. The auditory prosthesis 1 0A does 
45 provide a memory 50 for storing at least one vector consisting of a relative change in the acoustic parameters 

22. Preferably, it is envisioned that memory 50 would store a plurality of vectors. One of these vectors would 
then be selected by selection mechanism 52 and applied, as discussed above, by application mechanism 54. 
Hence, the modified set of acoustic parameters would be supplied to the signal processor 20. This would pro- 
vide a readily obtainable modification to the auditory characteristic of the auditory prosthesis 10A. In the less 
50 preferred situation where only a single vector is stored in memory 50, the selection mechanism 52 would op- 
erate to supply information to the application mechanism 54 in order to interpolate or adjust for varying degrees 
of the vector 50 which are to be applied to the acoustic parameters 22 in accordance with a particular desired 
change in the auditory characteristic of the auditory prosthesis 10A. 

Alternative embodiments of the present Invention are illustrated in Figures 6 & 7. 

55 Figure 6 shows a block diagram of an auditory prosthesis 10B in which the signal processor 20 is shown 

but the microphone 14 and the receiver 26 have been omitted for clarity. Signal processor 20 can select from 
either of two sets of acoustic parameters 22A and 22B. The values for the set of acoustic parameters 22A is 
obtained from the values of the initial fitting criteria 56 which were initially obtained by the fitting system and 
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separate from the auditory prosthesis 10B. The values for the set of acoustic parameters 22B can be obtained 
from application mechanism 54 which applies the values for the vector from vector storage 50 to the values 
of the initial fitting criteria 56. In the embodiment both sets of acoustic parameters 22A and 22B are contained 
within the auditory prosthesis 10B while the application mechanism 54, the initial fitting criteria 56 and the 
vector storage 50 are located outside of the auditory prosthesis 10B. 

Figure 7 shows a block diagram of an auditory prosthesis 10C again in which the signal processor 20 is 
shown but the microphone 14 and the receiver 26 have been omitted for clarity. The signal processor 20 can 
select from either the set of acoustic parameters 22C which are obtained from the initiai fitting criteria 56 or 
from application mechanism 54. Application mechanism 54 applies the vector stored in the set of acoustic para- 
meters 22D to the values from initial fitting criteria 56. The set of acoustic parameters are obtained from vector 
storage 50. In this embodiment the application mechanism 54 and the sets of acoustic parameters is contained 
in the auditory prosthesis IOC while the initiai fitting criteria 56 and the vector storage 50 are located outside 
of the auditory prosthesis 1 0C. 

An automatic selection or application of vectors is also contemplated in accordance with the present in- 
vention. In the auditory prosthesis 10A illustrated in Figure 5, vectors are stored In memory 50 within the au- 
ditory prosthesis 10A. The user may then effect alterations in the prescription (auditory characteristics) de- 
pending upon his environment by operating a switch or remote control which modifies selection mechanism 
52. The automatic application of differing vectors depends on recognizing some characteristic of the sound 
incident on the microphone 14 of the auditory prosthesis 10A and selecting via selectbn mechanism 52 the 
vector to be applied via application mechanism 54 based on the degree to which this characteristic is present, 
or not to modify it all. Suppose that one of the vectors available is a "noise reduction" vector designed to im- 
prove the performance of the auditory prosthesis 10A in a noisy environment The auditory prosthesis 10A 
could detect whether the electrical Input signal 18 indicated the presence of noise and when was detected 
would cause the "noise reduction" vector to be applied. In this situation, electrical Input signal 18 would also 
be supplied as in input to selection mechanism 52 as shown by the dotted line In Figure 5. 

The concept of automatic selection of a particular vector could also be applied to the auditory prosthesis 
1 0 of Figure 1 in which a plurality of sets of acoustic parameters are contained within the auditory prosthesis 
10 . 

Thus, it can be seen that there has been shown and described a novel method of determining new auditory 
characteristics for a hearing improvement device, auditory prosthesis, hearing aid and a novel hearing aid and 
novel apparatus for determining the acoustic parameters for an auditory prosthesis. It is to be recognized and 
understood, however, that various changes, modifications and substitutions in the form and the details of the 
present invention may be made by those skilled In the art without departing from the scope of the invention 
as defined by the following dainr^. 



Claims 

1. A method of determining a new set of signal processing parameters (22) for an auditory prosthesis (1 0) 
having a storage means for storing a set of signal processing parameters (22) corresponding to a known 
signal processing characteristic, and a s^nal processor (20) to process a signal representing sound in 
accordance with said set of signal processing parameters (22), said new set being determined in accor- 
dance with a desired change in the auditory characteristics of said auditory prosthesis (10) characterised 
by the steps of: 

selecting (42) a vector (50) consisting of changes in the values of individual signal processing para- 
meters (22) in accordance with predetermined signal processing characteristics related to said desired 
change in the auditory characteristics of said auditory prosthesis; and 

applying (44) said changes In the values of said individual signal processing parameters (22) of 
said vector (50) against the values of corresponding ones of the Individual signal processing parameters 
(22) of said set of signal processing characteristics to create a new set of signal processing parameters 
( 22 ). 

2. A method as in claim 1 wherein the value of said auditory parameters of said vector (50) and the corre- 
sponding one of said set of signal processing parameters (22) of said auditory characteristic are combined 
according to a predetermined set of mathematical operations. 

3. A method as in claim 1 characterized by said auditory prosthesis (1 0) being a hearing Improvement device, 
by said storage means comprising a plurality of memories, each of said plurality of memories for storing 




a set of signal processing paranneters (22), at least one of said signal processing parameters (22) designed 
to compensate for a hearing deficiency, wherein said vector (50) consists of relative changes in the values 
of individual signal processing parameters (22), and further characterized by utilizing said new signal proc- 
essing characteristic in said signal processor (20) of said auditory prosthesis (10). 

A method as in claim 3 wherein the value of one of said signal processing parameters (22) of said vector 
(50) and the corresponding one of said set of signal processing parameters (22) of said selected one of 
said plurality of signal processing characteristics are combined according to a predetermined set of math- 
ematical operations. 

An apparatus for determining the values of signal processing parameters (22) for an auditory prosthesis 
(10) having a plurality of menrK>ries, each of said plurality of memories for storing a signal processing char- 
acteristic specifying a plurality of signal processing parameters (22). a signal processor (20) to process 
a signal representing sound in accordance with a selected signal processing characteristic, and memory 
selection means coupled to said plurality of memories and to said signal processor (20) for selecting one 
of said plurality of memories to determine which signal processing characteristic is utilized by said signal 
processor (20), said values being determined for a particular signal processing characteristic from the val- 
ues of said signal processing parameters (22) of a known signal processing characteristic, characterised 
by:- 

vector selection means (52) for selecting a vector (50) consisting of changes in the values of indi- 
vidual signal processing parameters (22) in accordance with predetermined signal processing character- 
istics; 

application means (54) coupled to said vector (50) selection means for applying said changes in 
the values of said individual signal processing parameters (22) of said vector (50) against the values of 
the signal processing parameters (22) of a known signal processing characteristic to create a new signal 
processing characteristic; and 

storing means (22) coupled to said application means (54) for storing said new signal processing 
characteristic in one of said plurality of memories. 

An apparatus as in claim 5 wherein said auditory prosthesis (10) has a plurality of channels, each of said 
channels having a different frequency band, and a crossover frequency specifying a crossover between 
at least two of said plurality of channels, and wherein at least some of said Individual signal processing 
parameters (22) of said set of signal processing parameters (22) comprise the value of gain of at least 
one of said plurality of channels and the value of said crossover frequency. 

An apparatus as in claim 5 wherein the value of said signal processing parameters (22) of said vector 
(50) and the corresponding one of said set of signal processing parameters (22) of said s^nal processing 
characteristic are combined by said application means according to a predetermined set of mathematical 
operations which specifies a relative change. 

An apparatus as in claim 5 further characterized by said auditory prosthesis (10) being a hearing aid, 
wherein at least one of said plurality of signal processing parameters (22) is designed to compensate for 
a hearing impairment, by having a microphone (14) for converting acoustic Information (16) into an elec- 
trical input signal (18); wherein said signal processor (20) receives said electrical input signal (18) and 
operates on said electrical input signal (18) In response to said set of signal processing parameters (22) 
to produce a processed electrical signal, by having a receiver (26) coupled to said signal processor (20) 
for converting said processed electrical signal (24) to a signal adapted to be perceptible to a patient, and 
wherein said storing means comprises a first storage means operably coupled to said signal processor 
(20) for storing at least one of said set of signal processing parameters (22). 

A hearing aid as In claim 8 which has a plurality of channels, each of said channels having a different 
frequency band, and a crossover frequency specifying a crossover between at least two of said plurality 
of channels, and wherein at least some of said individual signal processing parameters (22) of said set of 
signal processing parameters (22) comprise the value of gain of at least one of said plurality of channels 
and the value of said crossover frequency. 

A hearing aid as in claim 8 wherein the value of said signal processing parameters (22) of said vector (50) 
and the corresponding one of said set of signal processing parameters (22) of said signal processing char- 
acteristic are combined by said application means according to a predetermined set of mathematical op- 




erations. 



Patentanspruche 

1 . Verfahren zur Best! mmung ei nes neuen Satzes von Signalverarbeltungsparametern (22) fur ein Hdrgerdt 
(10) mit einer Speicherelnrichtung, In derein Satz von Signalverarbeitungsparametem (22) entsprechend 
einerbekanntenSignalverarbeitungscharakteiistikgespeichert ist, und mlt einer SIgnatverarbe It ungsein- 
richtung (20), die ein den Schail darstellendes Signal entsprechend dem Satz von Signalverarbeitunga- 
parametern (22) verarbeitet, wobei der neue Satz entsprechend einer gewOnschten Anderung der H6r- 
charakteristik des Hdrgerats (10) bestimmt wird, gekennzeichnet durch die folgenden Schritte: 

Auswahl (42) eines Vektors (50), der aus Anderungen In den Werten der einzelnen Slgnalverarbeltungs- 
parameter (22) entsprechend einer vorbestimmten Signalverarbeitungscharakteristik im Zusammenhang 
mit der gewOnschten Anderung der Hdrcharakteristik des HdrgerOtes besteht; und 

Verglelch (44) der Anderungen in den Werten der einzelnen SIgnalverarbeitungs parameter (22) des Vek- 
tors (50) mit den Werten der entsprechenden Parameter der einzelnen Signalverarbeitungsparameter 
(22) aus dem Satz von Signalverarbeitungscharakterlstika, um einen neuen Satz von Signalverarbei- 
tungsparametern (22) zu erstellen. 

2. Verfahren nach Anspruch 1 , bel dem der Wert der HSrparameter des Vektors (50) und der entsprechende 
Parameter aus dem Satz von Signalverarbeltungsparametern (22) der Horcharakteristik entsprechend 
elnem vorbestimmten Satz mathematlscher Operationen komblniert werden. 

3. Verfahren nach Anspruch 1 , dadurch gekennzeichnet, da& das HSigerSt (10) eine Hdrverbesserungsvor- 
richtung 1st, daa die Speichereinrichtung eine Vielzahl von Spelchern unrTfaat. wobei jeder aus der Vielzahl 
von Spelchern einen Satz Signalverarbeitungsparameter (22) speichert, da& mindestens einer der Signal- 
verarbeitungsparameter (22) eine Schwerhorigkelt kompensleren soil, wobei der Vektor (50) aus relativen 
Anderungen in den Werten der einzelnen Signalverarbeitungsparameter (22) besteht, und des weiteren 
dadurch gekennzeichnet, daa die neue Signalverarbeitungscharakteristik in der Signalverarbeitungsein- 
richtung (20) des HdrgerSts (10) verwendet wird. 

4. Verfahren nach Anspruch 3, bel dem der Wert von ei nem der Signalverarbeitungsparameter (22) des Vek- 
tors (50) und der entsprechende Parameter aus dem Satz von Signalverarbeitungsparametem (22) der 
ausgewahften Charakteristlk aus der Vielzahl von Signalverarbeitungscharakteristika entsprechend ei- 
nem vorbestimmten Satz mathematlscher Operationen komblniert werden. 

5. Vorrichtung zur Besti mmung der Werte von Signalverarbeitungsparametem (22) fur ein HSrgerSt (10) mit 
einer Vielzahl von Spelchern, wobei Jeder aus der Vielzahl von Spelchern eine Signalverarbeitungscha- 
rakteristik speichert, die eine Vielzahl von Signalverarbeitungsparametem (22) spezlf Iziert, einer Signal- 
verarbeitungseinrichtung (20), die ein den Schail darstellendes Signal entsprechend einer ausgewShlten 
Slgnalverarbeitungscharakterlstik verarbeitet, und einer Spelcherauswahlelniichtung, die mit der Vielzahl 
von Spelchern und mit der SIgnalverarbeltungseinrIchtung (20) gekoppelt Ist, um einen aus der Vielzahl 
von Spelchern auszuwShlen, der bestimmt, welche Slgnalverarbeitungscharakteristik durch die Signal- 
verarbeltungselnrlchtung (20) verwendet wird, wobei die Werte fOr eine bestimmte Slgnalverarbeltungs- 
charakteristik aus den Werten der Signalverarbeitungsparameter (22) einer bekannten Signalverarbei- 
tungscharakteristik bestimmt werden, gekennzeichnet durch: 

eine Vektorauswahleinrichtung (52) zur Auswahl eines Vektors (50), der aus Anderungen in den Werten 
der einzelnen Signalverarbeitungsparameter (22) entsprechend vorbestimmten Signalverarbeitungscha- 
rakteristika besteht; 

eine Vergleichseinrlchtung (54), die mlt der Einrichtung zur Auswahl des Vektors (50) gekoppelt Ist, um 
die Anderungen In den Werten der einzelnen Signalverarbeitungsparameter (22) des Vektors (50) mlt den 
Werten der Signalverarbeitungsparameter (22) einer bekannten Signalverarbeitungscharakteristik zu 
verglelchen, um eine neue Signalverarbeitungscharakteristik zu erstellen; und 

eine Speichereinrichtung (22), die mit der Vergleichseinrlchtung (54) gekoppelt ist, um die neue Signal- 
verarbeltungscharakteristik in elnem aus der Vielzahl von Spelchern abzulegen. 

6. Vorrichtung nach Anspruch 5, bel der das H5rgerfit (10) eine Vielzahl von KanSlen besitzt, wobei Jeder 
der Kandle ein anderes Frequenzband besitzt sowie eine Oberschneldungsfrequenz, die eine Ober- 




schneldung zwischen mindestens zwei aus der Vielzahl von KanSlen anglbt, und bei der wenigstens einige 
von den einzelnen Signalverarbeitungsparametern (22) aus dem Satz von Signalverarbeitungsparame- 
tern (22) den Wert der VerstSrkung von mindestens einem aus der Vielzahl von KanSlen und den Wert 
der Oberschneidungsfrequenz umfassen. 

7. Vorrichtung nach Anspruch 5, bei der der Wert der Signatverarbeitungsparameter (22) des Vektors (50) 
und der entsprechende Parameter aus dem Satz von Signalverarbeitungsparametern (22) der S^nalver- 
arbeitungscharakteristik durch die Vergleichseinrichtung entsprechend einem vorbestimmten Satz ma- 
thematischer Operationen, der eine relative Anderung angibt, kombiniert werden. 

8. Vorrichtung nach Anspruch 5, des weiteren dadurch gekennzeichnet. daSdas H5rger3t(10) eine Hdrhilfe 
ist, wobei mindestens einer aus der Vielzahl von Signalverarbeitungsparametern (22) eine Schwerhbrig- 
keit kompensieren soil, indem ein Mikrophon (14) vorgesehen 1st, welches akustische Informationen (16) 
In ein elektiisches Eingangssignal (18) umwandelt; wobei die Signalverarbeitungseinrichtung (20) das 
elektrtsche Eingangssignal (18) empfangt und das elektrische Eingangssignal (18) entsprechend dem 
Satz von Signalverarbeitungsparametern (22) verarbeitet, um ein verarbeitetes elektrisches Signal zu er- 
zeugen, daS ein Empfanger (26) vorgesehen 1st, der mit der Signalverarbeitungseinrichtung (20) gekop- 
pelt 1st, um das verarbeitete elektrische Signal (24) in ein Signal umzuwandein, das von einem Patienten 
wahrgenommen werden kann, und daS die Speichereinrichtung einen ersten Speicher umfa6t derfunk- 
tlonal mit der Signalverarbeitungseinrichtung (20) verbunden 1st, um mindestens einen aus dem Satz von 
Signalverarbeitungsparametern (22) zu speichern. 

9. Hdrhilfe nach Anspruch 8, die eine Vielzahl von Kanalen aufweist, wobei jeder der Kandle ein anderes 
Frequenzband besitzt sowie eine Oberschneidungsfrequenz, die eine Oberschneidung zwischen minde- 
stens zwei aus der Vielzahl von Kanalen angibt, und wobei wenigstens einige von den einzelnen Signal- 
verarbeltungsparametern (22) aus dem Satz von Signalverarbeitungsparametern (22) den Wert der Ver- 
starkung von mindestens einem aus der Vielzahl von Kanalen und den Wert der Oberschneidungsfre- 
quenz umfassen. 

1 0. Hdrhilfe nach Anspruch 8, bei der der Wert der Signalverarbeitungsparameter (22) des Vektors (50) und 
der entsprechende Parameter aus dem Satz von Signalverarbeitungsparametern (22) der Slgnalverar- 
beitungscharakteristik durch die Vergleichseinrichtung entsprechend einem vorbestimmten Satz mathe- 
matischer Operationen kombiniert werden. 



Revendicatlons 

1. Mdthode de determination d’un nouvel ensemble de paramdtres de traitement de signal (22) pour une 
prothdse auditive (10) comportant des moyens de mdmoire pour Stocker un ensemble de paramdtres de 
traitement de signal (22) conrespondant e une caracteristique connue de traitement de signal, et un pro- 
cesseur de signal (20) pour traiter un signal repr9sentant un son conformement audit ensemble de para- 
mMres de traitement de signal (22), led it nouvel ensemble 6tant d6tenmln6 conform^ment dun change- 
ment ddsird des caractdristiques auditives de ladite prothdse auditive (10), 

caractdrisde par les dtapes de : 

selection (42) d'un vecteur (50) constitud des changements des valeurs de paramdtres individuels 
de traitement de signal (22) conformdment d des caractdristiques prdddtermindes de traitement de signal 
en relation avec ledit changement ddsird des caractdristiques auditives de ladite prothdse auditive ; et 
application (44) des dits changements des valeurs desdits paramdtres individuels de traitement 
de signal (22) dudit vecteur (50) aux valeurs des paramdtres correspondants parmi les paramdtres indi- 
viduels de traitement de signal (22) dudit ensemble de caractdristiques de traitement de signal afin de 
crder un nouvel ensemble de paramdtres de traitement de signal (22). 

2. Mdthode suivantia revendication 1, dans laquelle la valeur desdits paramdtres auditifs dudit vecteur (50) 
et la valeur correspondante dudit ensemble de paramdtres de traitement de signal (22) de ladite carac- 
tdristique auditive sont combindes conformdment d un ensemble prdddtermind d’opdratlons mathdmatl- 
ques. 

3. Mdthode suivant la revendication 1 , caractdrisde en ce que ladite prothdse auditive (1 0) est un dispositif 
d'amdlioration de Taudition, en ce que lesdits moyens de mdmoire comprennent une plural ltd de mdmoi- 




res, chacune de ladite plurality de m^olres servant d Stocker un ensemble de paramdtres de traitement 
de signal (22), au moins un desdlts paramdtres de traitement de signal (22) 6tant pnSvu pour compenser 
une d6f iclence d'audition.et en ce que ledit vecteur (50) est constitud des changements relatife des va- 
lours de param^tres individuels de traitement de signal (22), et caract6ris6e en outre en ce qu'on utilise 
ladite nouvelle caract^ristlque de traitement de signal dans ledit processeur de signal (20) de ladite proth^ 
se auditive (10). 

Methods suivant la revendication 3, dans laquelle la valour d’un desdits paramdtres de traitement de si- 
gnal (22) dudit vecteur (50) et la valour correspondante dudit ensemble de paramdtres de traitement de 
signal (22) de ladite caractdristique choisie parmi ladite plurality de caractSrlstiques de traitement de si- 
gnal sont combin6es conform^ment ^ un ensemble pr6d6teimin6 d’op^rations math^matiques. 

Apparel I de determination des valours de parametres de traitement de signal (22) pour une prothese au- 
ditive (10) comprenant une piuralite de memoires, chacune de ladite pluralite de memoires servant k 
Stocker une caracteristique de traitement de signal qui specif ie une plural ite de parametres de traitement 
de signal (22), un processeur de s^nal (20) pour traitor un signal representant un son conformement k 
une caracteristique choisie de traitement de signal, et des moyens de selection de memoire relies k ladite 
pluralite de memoires et audit processeur de signal (20) pour choislr une de ladite pluralite de memoires 
afin de determiner la caracteristique de traitement de signal qui est utiiisee par ledit processeur de signal 
(20), lesdites valeurs etant determinees pour une caracteristique particuliere de traitement de signal k 
partir des valeurs desdlts parametres de traitement de signal (22) d*une caracteristique connue de trai- 
tement de signal, caracterise en ce qu'll comprend : 

des moyens de selection de vecteur (52) pour choisir un vecteur (50) constitue des changements 
des valeurs de parametres individuels de traitement de signal (22), conformement aux caracteristiques 
predeterminees de traitement de signal ; 

des moyens d'application (54) relies auxdits moyens de selection de vecteur (50) pour appliquer 
les dits changements des valeurs desdits parametres individuels de traitement de signal (22) dudit veo- 
teur (50) aux valeurs des parametres de traitement de signal (22) d*une caracteristique connue de trai- 
tement de signal afin de creer une nouvelle caracteristique de traitement de signal; et 

des moyens de stockage (22) relies auxdits moyens d'application (54) pour Stocker ladite nouvelle 
caracteristique de traitement de signal dans une de la dite pluralite de memoires. 

Appareil suivant la revendication 5, dans lequel ladite prothese auditive (10) comprend une pluraltte de 
canaux, chacun desdits canaux ayant une bande de frequence differente, et une frequence de croisement 
specifiant un croisement entre au moins deux de ladite pluralite de canaux, et dans lequel au moins cer- 
tains desdits parametres individuels de traitement de signal (22) dudit ensemble de parametres de trai- 
tement de signal (22) comprennent la valeur de gain d’au moins un de ladite pluralite de canaux et la valeur 
de ladite frequence de croisement 

Appareil suivant la revendication 5, dans lequel la valeur desdits parametres de traitement de signal (22) 
dudit vecteur (50) et la valeur correspondante dudit ensemble de parametres de traitement de signal (22) 
de ladite caracteristique de traitement de signal sont combinees par lesdits moyens d'application confor- 
mement k un ensemble predetermine d’operations mathematiques qui specifie un changement relatif. 

Appareil suivant la revendication 5, caracterise en outre en ce que ladite prothese auditive (10) est une 
aide k I'audition, dans lequel au moins un de ladite pluralite de parametres de traitement de signal (22) 
est prevu pour compenser une deficience d’auditlon, par utilisation d'un microphone (14) pour convertir 
une information acoustique (16) en un signal d’entree eiectrique (18) ; dans lequel ledit processeur de 
signal (20) regoit ledit signal eiectrique d'entree (18) et agit sur ledit signal eiectrique d’entree (18) en 
reponse audit ensemble de parametres de traitement de signal (22) pour produire un signal eiectrique 
traite, par utilisation d'un recepteur (26) relie audit processeur de signal (20) pour convertir ledit signal 
eiectrique traite (24) en un signal pouvant etre pergu par un patient ; et dans lequel lesdits moyens de 
stockage comprennent une premiere memoire fonctionneliement reliee audit processeur de signal (20) 
pour Stocker au moins un dudit ensemble de parametres (22) de traitement de signal. 

Aide auditive suivant la revendication 8, qui comprend une pluralite de canaux, chacun desdits canaux 
ayant une bande de frequence differente, et une frequence de croisement specifiant un croisement entre 
au moins deux de ladite pluralite de canaux, et au moins certains desdits parametres individuels de trai- 
tement de signal (22) dudit ensemble de parametres de traitement de signal (22) comprennent la valeur 




de gain d’au moins un de ladite plurality de canaux et la valeur de ladite frequence de croisement 

Aide auditive suivant la revendication 8, dans laquetle la vateurdesdlts paramdtres de traltement de signal 
(22) dudit vecteur (50) et la valeur conrespondante dudit ensemble de param^tres de traltement de signal 
(22) de ladite caract^ristique de traltement de signal sent comb!n6es par (esdits moyens d’appllcatlon 
conformdment d un ensemble pr^ddtermin^ d'op^rations mathdmatiques. 
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